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9. S. Bannò, B. Balusu, M. J. F. Gales, K. Knill, and K. Kyriakopoulos, “View-specific assessment
of L2 spoken English,” in Interspeech 2022, 23rd Annual Conference of the International Speech
Communication Association, Incheon, Korea, 18-22 September 2022 (H. Ko and J. H. L. Hansen,
eds.), pp. 4471–4475, ISCA, 2022

10. V. Raina and M. J. F. Gales, “Residue-based natural language adversarial attack detection,” in
Proceedings of the 2022 Conference of the North American Chapter of the Association for Computa-
tional Linguistics: Human Language Technologies, NAACL 2022, Seattle, WA, United States, July
10-15, 2022 (M. Carpuat, M. de Marneffe, and I. V. M. Rúız, eds.), pp. 3836–3848, Association for
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34. D. W. Oard, M. Carpuat, P. Galuscáková, J. Barrow, S. Nair, X. Niu, H. Shing, W. Xu, E. Zotkina,
K. R. McKeown, S. Muresan, E. S. Kayi, R. Eskander, C. Kedzie, Y. Virin, D. R. Radev, R. Zhang,
M. J. F. Gales, A. Ragni, and K. Heafield, “Surprise languages: Rapid-response cross-language IR,”
in Proceedings of the 9th International Workshop on Evaluating Information Access co-located with
the 14th NTCIR Conference on the Evaluation of Information Access Technologies (NTCIR 2019),
Tokyo, Japan, June 10, 2019 (N. Ferro, I. Soboroff, and M. Zhang, eds.), 2019

35. Q. Li, P. Ness, A. Ragni, and M. J. F. Gales, “Bi-directional lattice recurrent neural networks for
confidence estimation,” in IEEE International Conference on Acoustics, Speech and Signal Process-
ing, ICASSP 2019, Brighton, United Kingdom, May 12-17, 2019, pp. 6755–6759, IEEE, 2019

36. K. M. Knill, M. J. F. Gales, P. P. Manakul, and A. Caines, “Automatic grammatical error detection
of non-native spoken learner English,” in IEEE International Conference on Acoustics, Speech and
Signal Processing, ICASSP 2019, Brighton, United Kingdom, May 12-17, 2019, pp. 8127–8131,
IEEE, 2019

37. K. Kyriakopoulos, K. M. Knill, and M. J. F. Gales, “A deep learning approach to automatic charac-
terisation of rhythm in non-native English speech,” in Interspeech 2019, 20th Annual Conference of
the International Speech Communication Association, Graz, Austria, 15-19 September 2019 (G. Ku-
bin and Z. Kacic, eds.), pp. 1836–1840, ISCA, 2019

38. Y. Lu, M. J. F. Gales, K. M. Knill, P. P. Manakul, L. Wang, and Y. Wang, “Impact of ASR perfor-
mance on spoken grammatical error detection,” in Interspeech 2019, 20th Annual Conference of the
International Speech Communication Association, Graz, Austria, 15-19 September 2019 (G. Kubin
and Z. Kacic, eds.), pp. 1876–1880, ISCA, 2019

7



39. A. Malinin and M. J. F. Gales, “Reverse KL-Divergence training of prior networks: Improved un-
certainty and adversarial robustness,” in Advances in Neural Information Processing Systems 32:
Annual Conference on Neural Information Processing Systems 2019, NeurIPS 2019, December 8-14,
2019, Vancouver, BC, Canada (H. M. Wallach, H. Larochelle, A. Beygelzimer, F. d’Alché-Buc, E. B.
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